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ITEPIAHYH

H enelepyaoio onudtwv fyov oto medio 100 ypovov 1 610 mEio THG GUYVOTHTOS
OTOKAEIOTIKG, EYEL TEPLOPIOLUOVS OL OTOIOL UTTOPOVY VO, CETENPOATTOVY YPHTIUOTOIDVTOS LLE-
Bodovg avalvons aro medio TOv YPOVOL-GUYVOTHTOS. 2THV TOPOVOO. EPYATIO. N TPACH THS
ovvEMEnNS oto TEdIO TOD YPOVOL-GUYVOTHTOS (WG TPOS TH UETAPANTH TOL YpOVoL ueAETaTO
KOu YpHOYLOTOLEITAL Y10, TV DAOTOINGN YPOVIKG UeTOfolioievav piltpwv. Mia epapuoyn
QIATPOPIoUATOS VIO TV TPOCONKN YPOVIKG. KOl GUXVOTIKG, ECOPTNUEVIC TEXVHTHS OVTHYN-
O¥G O€ LOVOIKO GO TOPOVGLALETAL.
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ABSTRACT

Processing of audio signals in the time or frequency domain individually has
many limitations, which can be overcome when applying time-frequency analysis. In
this paper the operation of time-frequency convolution along the time axis is studied
and used to implement time-variable filters. The application of filtering in the time
frequency domain for the realisation of time and frequency dependent artificial
reverberation is presented.
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1. Ewayoy

Ta ypappkd ypovikd avorroioto (IX.A.) ¢iktpa ypnoiponotodviol evpime
oV YyNowKn eneEepyacion Tov NYOV, 08 EPAPUOYES OMMOS N LOVIEAOTOINGT Kot 1G0-
OTAOUION OKOVOTIKOV YOPOV Kal 1 TPOSONKT TEXYNTIGC AvINYNONG OE OVIXOTKO GTLLOL.
Eme1om opmg o onpata fxov givar un otdopo to I.X.A. ¢idtpa aviyetonifovv moi-
AOVG TTEPLOPLGLOVG OTOV appolovtat oto medio Tov ¥pdvov N 610 TTEdio TG GLYVOTN-
Tag amokAeloTikd. TIpokvmTel Aomov 1 avaykn oxedloopoy GIATPOV GTO YEVIKELUEVO
7edi0 TOL YPOVOL-CLYVOTNTAG Kot 1] LEAETN TNG 6Y£0NG TOV TAPOVCLALETOL OAVALEST, OE
avtd To Pidtpa kot ta KAaowd I.X.A. ¢idtpa.

211 oLyKeKPLUEVN epyacio TapovcstdleTol pio KAAOT YPOUIK®OV XPOVIKE Le-
tafarropevav eidtpov mov etvar 1oddvapa pe ta kKhoowd I'.X.A. ¢idtpa, aAld Topé-
YOLV TN dvVATOTNTA Y10 AETTOUEPEGTEPO PLATpdpiopa. [ v vAomoinom tétolmv QiA-
POV EYOVV YpNCOTOMmOEl S1APOPOL YPOLKOL KOl TETPAYMOVIKOL HETACYTLOTIGHOL
xpOvov cuyvotntag, o0mmg ot Wigner-Ville, Wavelet, Karhunen-Loeve [1], [2], [3], [4],
[5]-

Edd yivetaw yprion tov petacynuoticpod Fourier Bpayéwe ypdvov yia tmv v-
Aomoinon eiAtpmv cuvEMENG 6T0 eSO TOL YpOVoV-cLYVOTNTOG. EQappoyn g pebo-
S0V PIATPaPIGLOTOG TOV TOPOLGIALETOL YIVETOL YO TNV VAOTOINGCT| XPOVIKA HETOPOA-
AdLEVNC KO GLUYVOTIKA eEaptdpevng texvnig avimynone. H texynt aviynon mpo-
otibeTol o onpoTo YOV MCTE va diveTol oTov akpootn 1 aicOnon Ot  akpdacn
TPOYLLOTOTOLEITOL KAT® omd 1O10{TEPEG GUVONKEG OE GUYKEKPIUEVOVG YDPOVG, KOL CUVI-
Bwg vAomoteital ypnoLOTOIOVTAG PIATPA 6TO TTEdio Tov Ypdvov. DidTpa memepacEVIG
Kol GTEPNS KPOLOTIKNG amdkpiong Exovv ypnoponombel yio avtd 1o okomd [6], [7],
[8]. IIpoéc@ata poviéda avtnynmong mov Poacilovial 6€ YoyouKoVoTIKA KPLTHPLo, X0V
avamtoydei [9].

2. Xpovika petaforiropeva @iltpo

H mpd&n tov @iktpopicpotog 6to medio Tov Ypovov-cuyvoTnToS ametkovifetan
oto Zynua 2.1. To onua €16650V Kat 1) ATOKPIOT TOV GLGTHLOTOG AVOAVOVTIOL GTO TTE-
dio Tov ypéVov-cuyvoOTTaS, OUATPapovTal pécm plag povodidotatng 1 dddoToTng
TPAENG Kol To amotéAecpo petacynpotifetal oto medio tov ypoévov. H amodkpion tov
CLGTHHOTOG GTO TESI0 TOL YPOVOV-GLYVOTNTOG AVOTaPIoTATAL HECH NG SOLIoTATNG
ouvaptnong petapopag [10].

To oamotélecpa Tov PATpapicpotog petacynpatiteral and to nedio Tov ¥po-
VOV-GLYVOTNTOG 6TO Tedio Tov ypdvov. TIpémel AowmdV Vo AVTIGTOLYEL GTIV KOTOVOUT
APOVOL-GLYVOTNTOG KOO0V TPOYUATIKOD OLOTOG. AVTd dev 10YVEL TAVTA YLOTL KOO
KO 0V Ol LETACYNHATIGHOL TOV GTLLOTOG E1GOJ0V KOl TNG ATOKPLONG TOV GUGTHLLOTOG €i-
vat £yKupot, GNUAVTIKO UEPOS TNG TANPOPOPLOS OTOPAITITO Y10 TOV OVTIGTPOPO LETO-
OYNUOTICUO Uopel vo, KataoTpagel Kotd to giitpdpiopa [11]. Xe ovthiyv v nepintm-
on pmopovpe vo emaégovpe va cuvBEcovpe Eva onpo 5660V ToL 0moioL 1| KOTOVOUN
poceyyileL TV VIAPYOVCH GOUPOVA LE Kdmoto Kpithpto [3].
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Zynua 2.1 @iltpdpioue oto TEAIO TOL YPOVOL-GUYVOTHTAS

2.1 ®iktpo ovvéling (Convolution filters)

H ovvéh&n o1o medio tov ypdvov petald evdg oNpatog 16030V Kot TG omd-
kpong I X.A. cvotiuotog givar 16oddvaun pe ) cvvéMEn oto medio tov ypdvov-
GLYVOTNTAG MG TPOG T LETOPANTH TOV ¥POVOL, OV 1] KATAVOUR XPOVOL-CUYVOTITOS TOV
ypnoomoteital £xel v wOO6TTA ™G cvvEMENS. H ocvvéhén oto medio tov ypdvov-
oLYVOTNTAG OG TPOG T LETAPANTN TOL YpOVOL opileTal OC:

S, (t,0) = jM(t —t',@)S (1", w)dt' @.1)

omov M etvan 1 816146T0TN GLVAPTNOT UETAPOPAG TOV GLGTAUOTOG Kat Sy, Sy efvor M
avamapdoTacn oto wedio Tov ¥POHVoOV-GUYVOTNTIG TOV GNUATOC E1GOJ0V Kol €£660V a-
vticToyo.

Mmopel Aomov va BewpnBel 6tL 1 cLVEMEN GTO TEGIO TOV YPOVOL-GLYVOTNTAS
¢ TPOgG TN UeTAPANTH TOL YPOVOL givar 1lGodHvVaAUN LE TO IATPAPIGLLE. TOV CNLLATOS GTO
nedlo tov ypovov Yo kdBe cvyvoTTa. Apa TO GUOTNUO EVEPYEL GOV (QIATPO GE
bandlimited otoygia T™¢ KOTAVOUNG ¥POVOL-CLYVOTNTAG TOV GNUATOS E1GOO0V, Kot
pmopel va. viomowmBel ypnoiponoidvtog vépbeon bandlimited won ypovikd petafol-
Adpevov etpov. Av 1 Katavour xpovov-cuyvoTnTag mTov ¥pNcllonoteital £xeL v t-
dotnta TG GVVEMENG, OTTMG avoEEPONKE TPONYOUUEV®C, KOl Ol KOTUVOUEG TOV GTUo-
TOG €LGO0OV KO TNG CLVAPTNONG HETAPOPES TOV GUGTHKATOG gival EYKVPES TOTE 1 TPO-
KOTTOVOO KATAVOUT| OVTICTOLXEL OE TPAYHOTIKO GTLL0.

3. Yhomoinon ypovikd pertofariopevov giltpov

O petaoynuotiopdg Fourier Bpoyémg ypdvov ypnoyomombnke yio v vio-
moinom tev eilTpov 610 TEdio ToL Ypdvov-cuyvoTNTOC. To PATpdpiopa oto medio Tov
APOVOV-GUYVOTNTOG OTOLTEL TNV EKTIUNOCT] TOV KOATOAVOU®DV TOV GNUATOS IGO0V Ko,
NG OmOKPIONG TOL GLUGTNHHATOG KL TOV OVTIGTPOPO UETAGYNLOTIGHO TOV OTOTEAECHLO-
T0G Kot elvat Tpd&n vToAoyloTiKd aKkpip.

I'a v emtéyvvon T@v vVIOAOYISHOV €apUdcONKE €vag avadpOoULKOG aAyO-
pOpog vIroAoyIoHOY TOL peTacynuatiopod Fourier Bpayéwmc xpdvov [12]. O cvykekpt-
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pévog alyopbpog mapéyet kan pio amhn dwdikacio cuvleonc. T'a v vAoroinom Tov
avadpopKoy oAyopdov ypnoiporonke cvototyia eidtpov [13].

TMa ) pekém g oodvvapiog tov ypovikd Petafarlopevav GIATpov cUVELL-
&ng pe 1o I X.A. oiktpa Bempovpe 10 akdrovBo mapadetypa. To onpa gloddov eivar pun
GTAGLUO Kot 1 oLYvOTNTA Tov petafdAletar ypappkd, o0nmg eaivetoar oto Zynua 3.1
(o). H kpovotiki amdKpion Tov cuGTHUATOS diveTol amd T oxéon:

h(t) = 8(t) +0.75(t —1.5) + 0.45(t - 2) 3.1)

Aniodn pmopet va BempnBet 6TL To GVGTN O TPOGOETEL 3DO OVAKAAGELS LEIWUEVOL TTAG-
ToVg 6To ofuo €l6dov. H cuvdptnon Hetapopds Tov GLOTAUATOG 6TO TEdio TOV YPo-
vov-cuyvotntag eoivetar oto Zynpa 3.1 (B). To amotéhespa tov @ATpapiopatog 6to
nedilo Tov ypdvov-cuyvoTNTaS, Paprolovios v Tpatn ™G cLVEMENS OC TPOG TN LLe-
TaPAnT Tov ¥Povov, eaivetal 6to Zynua 3.1 (y). Xto Zynfua 3.1 (8) eaivetar 1 Aento-
HEePNG GVYKPLON €VOG TUNLOTOG TOL GNLOTOG GOS0V LE TO OMOTEAECHO TNG KAAGIKNG
oLVEMENG 670 TTedio Tov ¥pdvov. To oPaApa TOV TPOKVTTEL EIVOL TOAD LIKPO KOt TEPL-
001KO0.
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Zynua 3.1 Zovédién aro medio Tov ypovov-GuYVOTHTOS WS TPOS TH UETOPANTH TOV YpOVOoD.
Avdivon oto medio ypovov-cuyVOTHTAS TOD GHUOTOS ELGOO0D (), THG COVOPTHONG UETOPOPAS TOD
ovotiuoTog (P), Tov amoteléouarog (y) Kot oOYKPIGH 0TO TENIO TOV YPOVOD TOV OTOTEAETLOTOS UE TO
omoTEAETUO. TS KAQGIKNG GVOVEMENS (O).
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4. Mopaderypa texvnTig avTiynong

H avadpopikr viomoinon tov petacynuaticpol Fourier Bpoyémg xpdvov xpn-
olpomomOnke yuo va tpootedel ypovikd eEaptnuévn avriynon oe onua fyov. To onua
Nyov mov ypnoonombnke givar to yvootd ‘Ding.wav’ tov MS Windows. ' v
TPOGON KT YPOVIKE KAl GUYVOTIKG LETAPAAAOUEVTG AVTIYXNONG XPNOLLOTOmONnKE 1 TPd-
&n ™G oLVEMENG MG TTPOG T UETAPANTH TOL ¥POVOL GTO TEGIO TOV XPOVOL GLYVOTNTOG,
1 omoia vVAomomOnke ®¢ To drakpitd abpoicpa g oxéong 4.1.

n—1
RDFS (n,m)=> RDFS (n—n',m)RDFS,(n',m) 4.1)

n'=0

H cuvapmon petapopds Tov GLGTAUATOG GYESIGTNKE GTO TEdI0 TOV XPOHVOV
oLYVOTNTOAG, MOTE TO GLOTNHO Vo TPochEtel avakidoel oto ofua. H ypovikn otiyun
g kaBe avdrdoong Kot 1 Evtacn g lvat cuvaptnon g ovyvotnrtag. H avdivon tov
ONUOTOG €16030V KOl 1] GUVAPTNOT HETAPOPES TOV CLGTNUATOS 6TO TTEdio ToV YPOVOL
ocvyvomtog eaivovtal oto Zynua 4.1 (o) xor (B) avtiotorya. To amotéheopo Tov @A~
Tpopicpatog 610 TES0 TOV ¥POVov cuyvotnTag eaivetatl oto Zynua 4.1 (y). 1o Zynua
4.1 (8) paivetar 1 AemTOUEPT|G CVYKPLOT EVOG TUNLOTOG TOV GNATOC 5000V 0T0 TEdio
TOV YPOVOVL LE TO OMOTEAEGHLO TNG KAAGIKNG cLVEAMENC. To oo mov TpokHTTEL Elvar
TOAD pkpo Kot epeavifetan meplodkd.
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2ynuo. 4.1 Xovélién oto medio Tov ypovov-ouyvOTHTAS WG TPOS TH UETAPANTH TOV XPOVOD.
Avdlvon oto wEdio ypovov-cuyVOTHTAS TOV GHUOTOS EIGO00D (@), THG GUVAPTHONG UETAPOPIS TOD
ovatiporog (f), tov amoteAéouarog (y) kai cyKpion oTo TEIIO TOV YPOVOV TOV ATOTEAEGUATOS ILE TO
amotédeaa TG KAaoIknG ovvéMEng (9).
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Xopnépacpo.

2TV GUYKEKPILEVT Epyacio YEVIKEDTNKE 1) £VVOld TOV QIATPOUPIGHOTOS and TO
nedilo Tov ypdvov N ™G cLVYVOTNTOS 0TO YevikeLEVO Tedio Tov ypdvov-cuyvdtntac. H
puébodog mov avomtoydnke Paciletar TN UN-TOPOUETPIKT OVIAVOT Kot YEVIKEDEL TNV
évvola g cLVEMENG 6T0 TTedio Tov ¥povov-cuyvotnTog. H yevikevon mapéyet  dvva-
TOTNTO Ylo. AETTOUEPESTEPO PIATPAPIOUO GE OYéomn Le TNV KAaowkn Bewpio, aALd Yo
NV vVAOToiNoT TV GIATPOV amatteitol GNUAVTIKG TEPIOGATEPOS VITOAOYIOTIKOS ¥POVOG,.
o ™ peioon Tov amatToVIEVOD ¥POVOD EYIVE YPNOT] EVOG OVAOPOLKOD aAYOPLOpOov
Yo, TOV VITOAOYISHO TOV peTacynuatiopov Fourier Bpoyémg xpodvov. O cuykekpyévog
aAyop1Bpoc ypnoyomomnke yo v mpdcheon ypovikd eSapTnuévng TEXYNTAG OVTI-
ANOMNG O€ ONLLaL YOV pe emTuyiaL.
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